‘Lr
DirectCall

TELEFDONIA DIGITAL

CONFIGURANDO O APARELHO LINKSYS IP PHONE SPA901

Para configura-lo, é preciso seguir 0s seguintes passos:

A configuracdo deste IP Phone consiste em acessar o seu software de
configuragdo através do seu navegador web (browser). Caso vocé nao saiba o
endereco IP do seu IP Phone Linksys SPA901, & possivel obté-lo pela URA/IVR
(Unidade Reconhecimento Automatico ou Interactive Voice Response) teclando
quatro (4) vezes a tecla * (asterisco). O aparelho ira solicitar o comando seguido da
tecla # (sustenido) que no caso a verificacao do endereco IP é dada pelo comando
110#.

1. No caso do nosso exemplo, o nosso ATA se encontra no IP 10.0.0.3 e para
acessa-lo basta digitarmos o IP na barra de enderecos do browser.
Certifique-se que este IP esta liberado de qualquer “Proxy” configurado no
navegador;

2. Cliqgue em “Admin Login” na parte superior direita do site de configuracéo
para ter acesso a aba de configuracdo do SIP, e depois “Advanced” para

poder visualizar as configuracdes completas;
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Linksys Telephone Configuration

Info | gystem | SIP | Provisioning | Regional | Phone | Ext 1 | User

System Information
DHCP:

Host Mame:

Current Metrnask:
Primary DNS:
Secondary DNS:

Product Information
Product Mame:
Software Version:
Mac address:
Licenses:

Phone Status

Current Time:
Broadcast Pkts Sent:
Broadcast Pkts Recy:
Broadcast Pkts Dropped:
RTF Packets Sent:

RTP Packets Recw:

SIP Messages Sent:

SIP Messages Recy:
External IP:

Ext 1 Status
Reqgistration State:
MNext Registration In:
Mapped SIP Port:

Call 1 Status
Call State:
Encoder:

Type:

Callback:

Peer Phone:
Packets Sent:
Bytes Sent:
Decode Latency:
Round Trip Delay:
Packet Error:

Call 2 Status
Call State:
Encoder:

Type:

Callback:

Peer Phone:
Packets Sent:
Bytes Sent:
Decode Latency:
Round Trip Delay:
Packet Error:

Downloaded Ring Tone
Status:

Ring Tone 1:

Ring Tone 2:
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Enabled
SipuraSPa
255.255.255.0
10.0.0.1

SPA-901
4.1.110c)
O00EDBDBZCCL
MNone

1/1/2003 12:16:58
5

11

0

0

0

310

14

Registered
166 5

Idle

Idle

Idle
Mot Installed
Mot Installed

[User Login  basic | advanced

Call Histom]

| Current IP: 10,0.0.% |
Comain:

Current Gateway: i0.0.0.1
Serial Mumber: AE01AFADd 24
Hardware Yersion: 1.0.0{168d)
Client Certificate: Installed
Elapsed Time: 00:16:58
Broadcast Bytes Sent: 1710
Broadcast Bytes Recy: 1408
Broadcast Bytes Dropped: 0

RTF Bytes Sent: ]

RTP Bytes Recw: 1]

SIP Bytes Sent: 111985
SIP Bytes Recw: 6204

Last Registration At:
Message Waiting:

Tone:

Decoder:

Remote Hold:
Peer Mame:
Duration:
Packets Recw:
Bytes Recy:
Jitter:

Packets Lost:
Mapped RTP Port:

Tone:

Decoder:

Rerote Hold:
Peer Mame:
Duration:
Faclets Recy:
Bytes Recy:
Jitter:

Packets Lost:
Mapped RTF Paort:

Undo All Changes | | SubmitAll Changes

Copyright @ 2003-2008 Sipura Technology. Al Rights Reserved.
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General
Line Enable:

Share Line &ppearance
Share Ext:
Subscription Expires:

MNAT Settings
MAT Mapping Enable:
MAT keep alive Msg:

Metwork Settings

SIP TOS/DiffSery Walue:
RTP TOS/DiffSery Value:
Metwork Jitter Level:

SIP Settings

SIP Port:

EXT SIF Port:

SIP Proxy-Reguire:
Referor Bye Delay:
Referee Bye Delay:
Refer Target Bye Delay:

Call Feature Settings
Blind Attn-#fer Enable:
Message Waiting:
Default Ring:
Conference Bridge URL:
Mailbox 10

State Agent:

CFWD Matifier:

Proxy and Registration
Proxy:

Cutbound Proxy:
Register:

Reqister Expires:

Use DNS SRM:

Proxy Fallback Intvl:

Subseriber Infarmation
Display Mame:
Fassword:

Auth ID:

Mini Certificate:

SRTP Private Key:

Audio Configuration
Preferred Codec:
57293 Enable:
5726-16 Enable:
5726-32 Enable:
Release Unused Codec:
Silence Supp Enable:

Dial Plan
Cial Plan:
Enable IF Dialing:
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YEs5 (W

private W
3600

yES W
FMOTIFY

Ox&s
0xhg
high w

5060

no (W
no W

=ip2 direcdial.com br
sip2 direcdial com br
YES W

1]

yes W

3600

Jofo Camargo =JOC1 2=
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JOCT12

725 w
VES W

YES W
YES W
YES W
no %

3. Clicar na aba Ext 1 e configurar os seguintes campos:
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Infa | System | SIP | Provisioning | Regional | Phone| Ext 1 ser

Shared User ID:

MAT Keep alive Enable:
MAT Keep alive Dest:

SIP CoS Value:
RTF Cos Walue:
Jitter Buffer Adjustrent:

SIP 100REL Enable:

Auth Resync-Reboot:
SIP Remote-Party-I0:
Refer-To Target Contact:
SIF Debug Option:
Sticky 183:

MOH Server:

Auth Page:

Auth Page Realm:
Auth Page Password:
Yoice Mail Server:
CFWD Motify Serv:

Use Qutbound Proxy:
Use OB Proxy In Dialog:
Make Call Without Reg:
Ans Call Without Reg:
OMS SRV Auto Prefix:

Proxy Redundancy Method:

User ID:
Use Auth ID:

Use Pref Codec Only:
G723 Enable:
G726-24 Enable:
G726-40 Enable:
CTMF Process AVT:
OTMF Tx Method:

vEs W
$PROKY

3w
6 ¥
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Call History

|

up and down »
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Undo All Changes | | Submit All Changes
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No campo “Line Enable” devera ser informado Yes;

No campo “Proxy” devera ser informado sip2.directdial.com.br;

No campo “Outbound Proxy” devera ser informado sip2.directdial.com.br;
No campo “Use Outbound Proxy” deverd ser informado Yes;

No campo “Use OB Proxy in Dialog” devera ser informado Yes;

No campo “Register” devera ser informado Yes;

No campo “Make Call Without Reg” devera ser informado No;

No campo “Register Expires” informar 60 (1 minuto);

No campo “Answer Calls Without Reg” devera ser informado No;

No campo “Use DNS SRV’ devera ser informado Yes;

O campo “Display Name” é preenchido com um formato Nome do Usuario

DirectCall
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<LOGIN_DCs>. Por exemplo: o nome do usuario € Jodo Camargo e seu LOGIN_DC é

JOC12 o que resultaria em Jodao Camargo <JOC12>;

Os campos “User Id” e “Auth” Id sdo preenchidos com o seu LOGIN_DC.
O campo “Password” devera ser informado com a senha da DIRECTCALL,
O campo “Use Auth” Id devera ser informado Yes;

O campo “Prefered” Codec deve ser informado G729a;

O campo “Use Prefered Codec Only” deve ser informado No;

O campo “Silence Supp Enable” deve ser informado No;

4. Finalizada a configuracao, salvar os dados que o ATA e reiniciar o sistema.
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